ISDN Codec-distribution in realtime
An Isdn-Codec is a Tool which can connect two radiostations per an isdn-line. The focus is on sending/receiving a high-quality audiosignal. works in both ways, but not at the same time (not duplex), because then the quality isn´t very good.

We at Orange 94.0 (E-Hub) have an ISDN Codec software named Mayah SendIt. This software is compatible to most other Codecs listed under 1.Counterpart (Product-names)


1. Counterpart
         2. Format              3.Mono/Stereo  4.Quality kbit/s   5.Scanrate          6.Bandwith











In kHz

From/to Mayah® SendIt

Mayah® SendIt 
MPEG1/2 L2/L3
Mono/Stereo
64 / 128
24/32/44.1/48
Bis 20kHz

CDQPrima® 
MPEG1/2 L2/L3
Mono/Stereo
64 / 128
24/32/48
Bis 20kHz

Telos Zephyr 
MPEG1/2 L2/L3
Mono/Stereo
64 / 128
32/48
Bis 20kHz

*Musiktaxi 
MPEG1/2 L2/L3
Mono/Stereo
64 / 128
24/32/48
Bis 20kHz

2. – 6. Are Parameters, to select at every codec, which provides the compatibility between the different products.

If you have another Product (e.g. Musicam) at your station, please send an e-mail to pez@orange.or.at imidiatly. Then I will look for a compatible solution at our station.

If you borrow or rent a Codec, please study the technical specifications and/or the user manual (first for compatibility with other products, depends on the generation of it as well).

You can find tech. Specs and manuals in the internet on the products sites.

When you are ready to use the gadget, please inform us, so we can test the connection and performance of the isdn-line and the codecs.

Ther is also the possibilty to stream the audiocontent via Internet, especialy with Real Audio or MP3.

For that you need an Real Encoder or an MP3 Encoder (Icecast is a popular software). There should be a certain level of streamquality to guarantee a nice broadcast.

Streamqualities: at least ~ 40kb Real Audio Stereo / MP3 mono

Filequalities: at least ~ 96kb MP3 / 80kb Realaudio stereo

